





























e. Select “About” to view the device version.
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3. Click “Encryption”:

Enter a 6-digit encrypted password in the pop-
up dialog box to encrypt the already tuned sound
effect data. The EQ frequency, Q value & gain,
delay, channel volume, phase position and other
data can be encrypted.

Encryption is only carried out for the currently used
single group sound effect data, not all the data of the
whole processor. The encrypted sound effect data can
be saved as preset sound effect or computer file.

& Encryption

Password: |

Cancel

Click “Decrypt” to enter the correct password to
decrypt the encrypted data; and on the decryption
interface, click “Clear Data” to remove by one key
the encryption state and restore the data to ex-
factory state.

& Decrypt

Password: |

Sound Source Selection

1. Main sound source: click the button on the right side
of the main sound source, and select the main sound
source: digital, high level, Bluetooth or low level in
the pop-up window.

2. Auxiliary sound source (audio mixing):

a. Click the button on the right side of the auxiliary
sound source, and select the auxiliary sound
source: digital, high level, Bluetooth, low level or
turn off in the pop-up window.

. The greater the attenuation of the main sound
source is, the lower the main volume is. The
adjustable values are 0%, 30%, 50%, 80% or
100%, and the default value is 0%.

o

* When the current sound source mode is
selected, the superposition of this sound source
mode is not allowed, otherwise the auxiliary
sound source will be invalid.

Main source selection
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Master Volume Setting

The master volume can be adjusted by pressing the left
mouse button to drag the fader left and right or rolling the
mouse wheel. The adjusting range is: 0-35, and the default
value is 27. Click the master volume horn button [ ]
to set the master volume to mute [ ], and click again
to cancel mute ( the mute will be automatically canceled
when the master volume is adjusted).

Sound Effect Setting

There is storage space for six groups of preset sound
effects inside the machine. Click the call button [ ]
or save button [ ] to select the six groups of
preset sound effect data.

Call sound effect

Output Channel Type, Mute and Joint
Debugging Setting

1. Type: click output channel type button [ )
and select the channel type in the pull-down menu.






There are 31 sections of EQ that can be adjusted.
When the mouse moves to the serial number position,
press on to drag up and down to adjust the gain of the
equalizer and drag left and right to adjust the frequency
of the equalizer; and when the mouse moves to the
small blue boxes on the left and right, press on to pull
left and right to adjust the Q value of the equalizer. The
frequency, Q value and gain can also be set by directly
inputting values, rolling the mouse wheel and pressing
the up and down keys on the keyboard.

1. Frequency adjusting range: 20Hz to 20kHz;

2. Q value adjusting range: 0404 to 28852; and

3. Gain adjusting range: -12dB to +12dB.

When EQ is adjusted, that is the bypass equalization
button [ ] appears, click the “Bypass
EQ”or through “small dot” to disable all

the equalizers of the current channel; and click the

restore equalization button [ ] to enable
all the equalizers of the current channel to return to
the previous startup state. Click the reset equalization
button [ ] . and the parameters of all the
equalizers of the current channel return to their initial
state: the frequency is uniformly distributed, Q value is
1.007 and gain is 0.0dB.

Click parametric equalization button [ ]
to switch “graphic equalization” into “parametric
equalization”, and click graphic equalization button

[ ] to switch the “parametric equalization” into
“graphic equalization”.
* Under the graphic equalization interface, the
grain is adjustable and the frequency and
Q value are fixed; and under the parametric
equalization interface, the frequency, Q value
and gain are all adjustable.

Input Mix Setting Function Introduction

After the sound source signal set by the PXE-0850X machine enters into the audio processor, the frequency is divided
into the volume of each output channel, thereby achieving the aim of audio mixing and frequency mixing by adjusting
the volume of each sound source in the channel. Under the passive input mode, the frequency division is set by the PC
terminal; and under the active input mode, the frequency division is set by the host of the original vehicle itself.

Example 1: the low level of the host of the original vehicle and the low level of the external CD machine are input at

mixed frequency, and the stereo is output at full frequency.

Low-level output Left
of host of the .
original vehicle right

Left

Low-level output
of the external
CD machine right

CH1 left full- CH2 right full-
frequency output frequency output
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Example 2: the high level of the host of the original vehicle is input at mixed frequency of active two divided-
frequency, and the stereo is output at full frequency.

High Hi.Level 1
The high level > frequency
of the host of Front High
the or'|g|nal loft —9 frequency
vehicle Low and
is output Front medium
at two divided right —1> frequency
frequency Low and
medium
frequency

CHA1 left full- CH2 right full-
frequency output  frequency output

A A
L R

Example 3: the high level of the host of the original vehicle is input at mixed frequency of active three divided-
frequency, and the stereo is output at full frequency.

9 High
frequency Hi.Level 1
The high —>  High
level frequency
of the host of Front ; .
the original left fré\gﬁgfén
vehicle y
is output Front — 1 > Medium
at two right frequency
divided-
Low
iU frequency
Low
frequency

CH1 left full- CH2 right full-
frequency output  frequency output
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Operating Instructions of Wire Controller

The PXE-0850X machine can adopt the PXE-0850X
wire controller for tuning and setting. Please connect
the wire controller to the processor correctly before
usage and make sure its normal start.

Note: the wire controller and the tuning software
cannot be used at the same time.

Startup Picture

After the wire controller is started, the dynamic
startup picture is displayed, as shown in FIG. 1.

FIG. 1
Master Volume (VOLUME)

After start-up, enter into the main interface of the wire
controlle——the master volume interface (VOLUME),
as shown in FIG. 2-1. Rotate the button to adjust
the master volume. Rotate clockwise to increase the
volume and anticlockwise to reduce the volume. The
adjusting range is 0 to 35. Short press the rotary knob
on the master volume interface to enter into the mute
interface, as shown in FIG. 2-2.

FIG. 2-1

Main Sound Source (MAIN SOURCE)

Press on the rotary knob for 2 to 5 seconds on the
master volume interface to enter into the main sound
source interface (MAIN SOURCE), as shown in FIG. 3.
Rotate the button to select the main sound source: digital
(SPDIF), high level (Hi.L), Bluetooth (BT) and low level
(AUX). When the Bluetooth and the high level or low level
signal are connected simultaneously, the Bluetooth will
directly serve as the main sound source by default. After
no operation for about 5 seconds, it will automatically exit
this interface and return to the main interface of the wire
controller (master volume interface).

FIG. 2-2

MALN SOURCE
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FIG. 3-1

FIG. 3-2

Auxiliary Sound Source (MIX SOURCE)

Short press the rotary knob on the main sound
source interface to enter into the auxiliary sound source

interface (MIX SOURCE), as shown in FIG. 4-1. Rotate
the button to select the auxiliary sound source: digital
(SPDIF), high level (Hi.L), Bluetooth (BT), low level
(AUX) and turn off (OFF). After no operation for about
5 seconds, it will automatically exit this interface and
return to the main interface of the wire controller (master
volume interface).

Bass Volume (SUB W)

Short press the rotary knob on the auxiliary sound
source interface to enter into the bass volume adjusting
interface (SUB W), as shown in FIG. 5. Rotate the
rotary knob of the wirecontroller to adjust the bass
volume of the machine. Rotate clockwise to increase
the bass volume and anticlockwise to reduce the
bass volume. The adjusting range is 0 to 15. After no
operation for about 5 seconds, it will automatically exit
this interface and return to the main interface of the wire
controller (master volume interface).

FIG. 5
Preset Sound Effect (PRESET)

Short press the rotary knob on the bass volume
interface to enter into the preset sound effect
interface(PRESET), as shown in FIG. 6-1. The number
behind PRESET represents the sound effect data called
by the processor currently.

FIG. 6-1

The required sound effect data can be selected by the
rotary knob. When the cursor moves to the corresponding
number, short press the rotary knob to call directly,
as shown in FIG. 6-2. After completing the call, it will
automatically exit this interface and return to the main
interface of the wire controller (master volume interface).

FIG. 6-2
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Specification Parameter

Dynamic range

2110dB

Signal to noise ratio (RCA)

2100dB

Ground noise

High level: 70uVrms; RCA: 7.66uVrms

Channel separation degree

280dB

Total harmonic distortion

<0.05%

Input voltage

High level: 26Vpp; RCA: 6.5Vpp

Output voltage

6.5Vpp

Rated power

8CHx25W (4Q, 14.4V, 1kHz, 10%THD)

Maximum power

8CHx50W (4Q, 14.4V, 1kHz, 10%THD)

Input/output sensitivity (RCA)

1: 1.125 (without power amplification)

Frequency response

20Hz to 20kHz

System sampling rate

48kHz/24bit

Input impedance

High level: 100Q; RCA: 20kQ

Output impedance

51Q

Working voltage

9-16V

Static current

<2.3mA (off state)

Standby power consumption

<0.1W

REM start input

High level (H1-/H1+), ACC for choice

REM start output 12V (0.2A)

Startup time 10s

Environment temperature -20~60°C

Storage temperature -40~85°C

Gross weight 1.7kg

Size of host 210mmx190mmx45mm

Size of wire controller

92.5mmx48.1mmx24mm

Function Parameter

Input signal

6 channel high level, 6 channel RCA audio , high-definition Bluetooth, optical fiber, coaxial

Output signal

8 channel high level, 12 channel RCA audio

Output channel signal gain

Range: mute, -60dB ~ +6dB

Output signal equalizer

Type: parametric equalization and graphic equalization
Frequency: 20Hz ~ 20kHz, resolution 1Hz

Q value (slope): 0.404 ~ 28.852

Gain: -12.0dB ~ +12.0dB, resolution 0.1dB

Output signal frequency divider

Each output channel is equipped with a multi-stage high-low pass independent filter,
Filtering type: Linkwitz, Butterworth or Bessel

Filtering frequency-dividing point: 20Hz~ 20kHz, resolution 1Hz

Filtering slope: 6dB/Oct~48dB/Oct

Output phase position

Positive phase or reverse phase (+/-)

Output delay

0.000~20.000Ms, 0~692cm, 0~273inch

Preset Sound Effect

The machine can save 6 groups of preset sound effect data
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